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SPE-55 - Speech Synthesis: Prosody

i

SPE-3.6 FFFIY5%

MLSP-12.1 NAS for KWS

SPE-22.4 — Y3 KEEAIGRBAIE R

MLSP-18.2 curriculum-based data augmentation
SPE-34.5 REGE R NEHFRNR

SPE-49.1 TR, =imHIREEF generative models for SE
SPE-51.1/SPE-51.2 neural HMM

SPE-58.3/SPE-58.5 acoustic modeling

MLSP-36.3 feature-imitating network &3 fI1F3—TF
SPE-73.1 deliberation network (12—
SPE-76.6 CNN interpretation

MLSP-54.1 universal audio representations

FNEZA

SPE-11 - Speech Synthesis: Style & Expressiveness
SPE-19 - Voice Conversion: Representation J1.fi M E&MEAS
© SPE-19.2 VC toolkit
o SPE-19.3 AR, & cycle-consistency loss + random-sampling SSL
o SPE-194 FCHRARE, B->WAAER, &EE->KREER.
o SPE-19.6 ¥¥XE, VAE + DA SCH] spk #[1 content fi&#8
SPE-23.6 S{RAYTHFHEX, speech disentanglement: AIC + GAN
SPE-27 - Voice Conversion |
© SPE-27.2 Flow for text-free VC
o SPE-27.3 Noisy factor
SPE-35.3 Cyclic Training
SPE-35.6 BNFs and disentanglement
SPE-61.5 long-short speech coding
SPE-66.1 666666666
MLSP-43.3 zero-shot in TTS
MLSP-46.3 remix-cycle-consistent loss for separation.
AUD-30.1 neural vocoder benchmark

BRER. BRZE. [IRF

CHAL-5 - Audio Deepfake Detection BLEHE, SEAIEGELE—T (@)
CHAL-6 - Multimodal Information Based Speech Processing
SPE-2.1/SPE-2.2/SPE-2.3 ZRZIBEIRE &)

MMSP-1.1 SRS G
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AUD-6.1 JREIFX

AUD-6.4 Z1&75Fmi)|45

AUD-6.5 1tiE AR B EIEZRE!
SPE-21.2 SYHUREA ()

SPE-21.3 KNSR EEREIES (8)
SPE-45.5/SPE-45.6 AV for SE [VAE/GAN] (%)
SPE-47.3 Confidence estimation (&)
SPE-47.4/MMSP-6.2 Modality missing
SPE-54.6 AV for WWS

BARER

IVMSP-28.4/SPE-85.4/SPE-85.5/ lipreading model
SPE-60.5 data aug for AV learning
SPE-70.4 lip-speech synchronization

PMZE. IRF

IVMSP-30.4 15 E HEiIEIZ M+
IFS-4.6 Open source for image generation
MMSP-8.2 Text2Poster $2Rk—
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SPE-2.5 Fi)I|E:EBY BT noisy ASR

SPE-3.4 Tl &8 T TTS

MLSP-3 - Self-supervised Learning for Speech and Audio Processing |
MLSP-6 - Self-supervised Learning for Speech and Audio Processing Il
SPE-14.2 Joint unsupervised, supervised and self-supervised training
SPE-22.5 Wav2Vec + Cross-lingual adaptation (5{R{i1ZBIRISEEIMEAKR—E)
SPE-47.5/SPE-47.6 Wav2Vec + ASR -> SRE

AUD-11.6 W2V as SE prior

SPE-30.3 W2V for LID

SPE-31.3 W2V for SER

MMSP-7.3 MAML for low-resource ASR

5z

SPE-5 - Speaker Recognition I: Self Supervision
SPE-13.2 Confidence estimator

SPE-13.5 Explaining DNN for anti-spoofing

SPE-21.4 Mix-up SSL AJRESIHMR F—E LIFBEA
SPE-25 - Speaker Recognition |V: Attention Mechanism
SPE-37.2 Household speaker identification

SPE-45.1 f&/B2—& DOA for target speaker extraction
SPE-48.4 [EE—& interpretability

SPE-57.4 Mixup data aug

SPE-57.6 MI for disentanglement
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MMSP-7.6 saliency masking
SPE-68.4 graph-based attention
SPE-76.6 CNN interpretation

{xEmiE

MLSP-4.2 IeFH1EER

MLSP-10.2 AE-based deep clustering

SPE-21.5 GCN-based speaker clustering
MMSP-6.4/MMSP-6.6 Deep hashing

SPE-60.2 speech-image retrieval

IVMSP-31.6 can be applied to speaker diarization?
SPE-72.1 speaker turn detection

SPE-82.3 speaker diarization

SR

SPE-6 - Speech and Spoken Language Corpora (EEra2 SPE-6.4, 10fESHE

AUD-2.1 22).58=

AUD-25 3875, K75, K. REH
SPE-9.1 fIPABEELE

SPE-10.2 ASR + NLP -> oEHE"gU=qa"
SPE-34.3 TorchAudio program

SPE-48.5 CQCC 22587

AUD-18.3 COVID-19 &g, TRl
MMSP-7.2 pre-trained audio model
MLSP-43.4 GAN for noisy data simulation
SPE-76.3 low-resource ASR

AUD-35.1 engineering on audio event detection
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§&¥E: https://pan.baidu.com/s/1JHDGzmqgdnsseVER_CZByYA
RES: nyhf
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